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[85] M. D. Lutovac and Lj. D. Milić, “Elliptic half-band IIR filters,” Facta Universitatis, Yu-
goslavia, vol. 9, no. 1, pp. 43–59, June 1996.
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[114] M. D. Lutovac and D. M. Rabrenović, “Comments on the effects of lower Q values on the
filters having equal ripples in the passband,” IEEE Trans. Circ. Systems: Part I, vol. 40,
no. 4, pp. 294–295, Apr. 1993.


